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Via SIP/2.0/UDP 10.10.3.109:5060;branch=z9hG4bK5c4b79af;rport
From sip:aptos@10.10.3.109
To sip:pinot@10.10.1.159:53382
Contact <sip:aptos@10.10.3.109>
Call-ID 61616dd42673257¢c18a9¢8595b9a391f@10.10.3.109
CSeq 102 INVITE
User-Agent Asterisk PBX
Max-Forwards | 70
SDP-Owner root 20287 20287 IN IP4 10.10.3.109
SDP-Session | session
SDP-Conn IN 1P410.10.3.109
Media audio 19694 RTP/AVP 0381125107117 111 101
= Media-Attr rtpmap:0 PCMU/8000
= Media-Attr rtpmap:3 GSM/8000
= Media-Attr rtpmap:8 PCMA/8000...
12 more
< — SIP 100 Trying
[ Call-ID | 61616dd42673257¢18a9¢8595b9a391f@10.10.3.109
@ From | sip:aptos@10.10.3.109
99 To sip:pinot@10.10.1.159
fFlcSeq | 102 INVITE
« ~ SIP 180 Ringing
[ Call-ID | 61616dd42673257¢18a9¢8595b9a391f@10.10.3.109
® From | sip:aptos@10.10.3.109
90 To sip:pinot@10.10.1.159
[FlcSeq | 102 INVITE
[ sIP ACK N
® From | sip:aptos@10.10.3.109
99 To sip:pinot@10.10.1.159:53382
[ Call-ID | 61616dd42673257¢18a9¢8595b9a391f@10.10.3.109
] CcsSeq | 102 ACK
L. SIP INVITE
__________________________________________________ >
Via SIP/2.0/UDP 10.10.3.109:5060;branch=z9hG4bK56ed8106;rport
From sip:aptos@10.10.3.109
To sip:pinot@10.10.1.159:53382
Contact <sip:aptos@10.10.3.109>
Call-ID 61616dd42673257¢18a9¢8595b9a391f@10.10.3.109
CSeq 103 INVITE
User-Agent Asterisk PBX
Max-Forwards | 70
SDP-Owner root 20287 20288 IN IP4 10.10.1.203
SDP-Session | session
SDP-Conn INIP410.10.1.203
Media audio 4000 RTP/AVP 0 101
= Media-Attr rtpmap:0 PCMU/8000
= Media-Attr rtpmap:101 telephone-event/8000
= Media-Attr fmtp:101 0-16...
3 more
4 SIP ACK N
® From | sip:aptos@10.10.3.109
99 To sip:pinot@10.10.1.159:53382
[ Call-ID | 61616dd42673257¢18a9¢8595b9a391f@10.10.3.109
fFlcSeq | 103 ACK
. SIP INVITE
__________________________________________________ >
Via SIP/2.0/UDP 10.10.3.109:5060;branch=z9nhG4bK4469a0bd;rport
From sip:aptos@10.10.3.109
To sip:pinot@10.10.1.159:53382
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Session Result: success - call-completed (duration: 8.276s)
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<sip:aptos@10.10.3.109>
61616dd42673257c18a9¢c8595b9a391f@10.10.3.109
104 INVITE

Asterisk PBX

70

root 20287 20289 IN IP4 10.10.3.109
session

INIP410.10.3.109

audio 19694 RTP/AVP 0 101
rtpmap:0 PCMU/8000

rtpmap:101 telephone-event/8000
fmtp:101 0-16...

3 more
["4 SIP ACK
_______________________________________ }
sip:aptos@10.10.3.109
sip:pinot@10.10.1.159:53382
61616dd42673257¢18a9¢8595b9a391f@10.10.3.109
104 ACK
O SIP BYE
_______________________________________ .’

sip:aptos@10.10.3.109

sip:pinot@10.10.1.159:53382
61616dd42673257¢18a9¢8595b9a391f@10.10.3.109
105 BYE
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